412 Rec'd PCT/PTO 20 APR $m 



FORM PT 0-1390 



U.S. DEPARTMEhfT OF COMMERCE PATENT AND 



TRANSMITTAL LETTER TO THE UNITED STATES 
DESIGNATED/ELECTED OFFICE (DO/EO/US) 
CONCERNING A FILING UNDER 35 U.S.C. 371 



ATTORNEY 'S DOCKET KUMB ER 

BO 41592 



U.S. APPLICATION NO. (If knov.-n=e e 37 CI 

09/529778 



INTERNATIONAL APPLICATION NO. 
PCT/NL9 8/00 6 02 



INTERNATIONAL FILING DATE 
20 October 1998 



PRIORITY DATE CLAIMED 
20 October 1997 



TITLE OF INVENTION 

-HEARING AID FOR IMPROVING THE HEARING ABILITY OF THE HARD OF HEARING 



APPLICANT(S) FOR DO/EO/US Marinus Marias BOONE, Augustinus Johannes 
BERKHOUT and Ivo Leon Diane Marie MERKS • 



Applicant herewith submits to the United States Designated/Elected Office (DO/EO/US) the following items and other informatic 
1. [X] This is a FIRST submission of items concerning a filing under 35 U.S.C. 371. 
2 *E3 This is a SECOND or SUBSEQUENT submission of items concerning a filing under 35 U.S.C. 371. 



3-1 



| This express request to begin national examination procedures (35 U.S.C. 371(f)) at any time rather than delay 
examination until the expiration of the applicable time limit set in 35 U.S.C. 371(b) and PCT Articles 22 and 39(1). 



4. [X] A proper Demand for International Preliminary Examination was made by the 1 9th month from the earliest claimed priority date. 

5. [X] A copy of the International Application as filed (35 U.S.C. 371(c)(2)) 

a. [3 is transmitted herewith (required only if not transmitted by the International Bureau), 
f b. 0 has been transmitted by the International Bureau, (see PCT/IB/308) 
: c. [] is not required, as the application was filed in the United States Receiving Office (RO/US). 

36. f~J A translation of the International Application into English (35 U.S.C. 371(c)(2)). 
h. □ Amendments to the claims of the International Apiication under PCT Article 19 (35 U.S.C. 371(c)(3)) 
f a. f~J are transmitted herewith (required only if not transmitted by the International Bureau). 

■ . b. Q have been transmitted by the International Bureau. 
1 : - c - CU have not been made; however, me. time limit for making such amendments has NOT expired. 
; d. Q have not been made and will not be made. 

1 8. □ A translation of the amendments to the claims under PCT Article 19 (35 U.S.C. 37 1 (c)(3)). 
5 9. □ An oath or declaration of the inventor(s) (35 U.S.C. 371(c)(4)). 

30. {H| A translation of the annexes of the International Preliminary Examination Report under PCT Article 36 
(35 U.S.C. 371(c)(5)). 

Items 11. to 16. below concern documents) or information included: 

1 1 . Q An Information Disclosure Statement under 37 CFR 1 .97 and 1 .98. 

12. Q An assignment document for recording. A separate cover sheet in compliance with 37 CFR 3.28 and 3.3 1 is included. 

13. [x] A FIRST preliminary amendment. 

□ A SECOND or SUBSEQUENT preliminary amendment. 

14. JH| A substitute specification. 

15. [] A change of power of attorney and/or address letter. 

16. [xj Other items or information: 

International Preliminary Examiantion Report. 
Search Report. 
Application Data Sheet. 



422 Rec'd PCT/PTQ 2 0 APR 2000 



INTERNATIONAL APPLICATION NO. 

PCT/NL98/00602 



ATTORNEYS DOCKET NUMBER 

BO 41592 



17. [X] The following fees are submitted: 

BASIC NATIONAL FEE (37 CFR 1.492 (a) (1) - (5)): 

Neither international preliminary examination fee (37 CFR 1.482) 

nor international search fee (37 CFR 1.445(a)(2)) paid to USPTO 

and International Search Report not prepared by the EPO or JPO 5 970.00 

International preliminary examination fee (37 CFR 1 .482) not paid to 

USPTO but International Search Report prepared by the EPO or JPO S840.00 

International preliminary examination fee (37 CFR 1 .482) not paid to USPTO 

but international search fee (37 CFR 1.445(a)(2)) paid to USPTO $690.00 

International preliminary examination fee (37 CFR 1.482) paid to USPTO 

'but all claims did not satisfy provisions of PCT Article 33(l)-(4) $670.00 

International preliminary examination fee (37 CFR 1 .482) paid to USPTO 

and all claims satisfied provisions of PCT Article 33(l)-(4) $96.00 

ENTER APPROPRIATE BASIC FEE AMOUNT = 



CALCULATIONS PTO USE ONLY 



Surcharge of $130.00 for furnishing the oath or declaration later than Q 20 
months from the earliest claimed priority date (37 CFR 1.492(e)). 



0 30 



NUMBER FILED 



NUMBER EXTRA 



Total claims 



^Independent claims 



MULTIPLE DEPENDENT CLAIM(S) (if applicable) 



TOTAL OF ABOVE CALCULATIONS = 



S 970 



Reduction of 1/2 for filing by small entity, if applicable. A Small Entity Statement 
must also be filed (Note 37 CFR 1.9, 1.27, 1.28). 



SUBTOTAL = 



Processing fee of 5130.00 for furnishing the English translation later than Q 20 [~1 30 
mfonths from the earliest claimed priority date (37 CFR 1.492(f)). 



TOTAL NATIONAL FEE 



Fee for recording the enclosed assignment (37 CFR 1.21(h)). The assignment must be 
accompanied by an appropriate cover sheet (37 CFR 3.28, 3.31). $40.00 per property 



TOTAL FEES ENCLOSED = 



charged: 



A check in the amount of $ 970 



_ to cover the above fees is enclosed. 



in the amount of S _ 



to cover the above fees. 



b. r— J Please charge my Deposit Account No. 

A duplicate copy of this sheet is enclosed. 

c. [xj The Commissioner is hereby authorized to charge any additional fees which may be required by 

37 CFR 1.16 and 1.17, or credit any overpayment to Deposit Account No. 25-0120. A duplicate 
copy of this sheet is enclosed. 

NOTE: Where an appropriate time limit under 37 CFR 1.494 or 1.495 has not been met, a petition to revive (37 CFR 
1.137 (a) or (b)) must be filed and granted to restore the application to pending status. 



SEND ALL CORRESPONDENCE TO: 

Young & Thompson 

745 South 23rd Street 

2nd Floor 

Arlington, VA 22202 
(703) 521-2297 

Customer No. 



April 20, 2000 



/lGr4A"TORE — — — ^ 



Benoit Castel 



REGISTRATION NUMBER 



Form PTO 1390 (REV 12 29-99) page 2of2 



09/529778 
^:r.cc'dPCT/PTO 2 0 APR 2000 

PATENTS 

IN THE UNITED STATES PATENT AND TRADEMARK OFFICE 

In re application of 

Marinus Marias BOONE et al . 

Serial No. (unknown) 

Filed herewith 
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PRELIMINARY AMENDMENT 

Assistant Commissioner for Patents 
Washington, D.C. 20231 

Sir: 

Prior to the first Official Action and calculation 
of the filing fee, please amend the above-identified applica- 
tion as follows: 

IN THE SPECIFICATION : 

Please substitute Page 1 as originally filed with 
the attached Page 1 which was filed in the Article 34 amend- 
ment of January 14, 2000, and is marked "AMENDED SHEET". 

IN THE DRAWINGS : 

Replace Sheet 2/3 of the drawings as originally 
filed with Sheet 2/3 of the drawings filed in the Article 34 
amendment of January 14, 2000, which is attached hereto and 
marked "AMENDED SHEET" . 



IN THE CLAIMS : 



Marinus Marias BOONE et al . 



Please substitute Claims 1-11 as originally filed, 



which appear on pages 9 and 10, with Claims l-ll as filed in 
the Article 34 amendment of January 14, 2000. The pages 
containing Claims 1-11 are marked "AMENDED SHEET " and are 
attached hereto. Please amend these claims as follows: 



Claim 3, line 1, cancel "or 2". 
Claim 5, line 1, cancel "2, 3, or 4 , " . 
Claim 6, line 1, cancel "2, 3, or 4,". 
Claim 8, line 1, cancel "6, or 7,". 
Claim 10, line 1, cancel "6, or 7,". 
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drawings merely place the national phase application in the 
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al phase, with the multiple dependencies in the claims being 
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1 . 

Hearfag aid £» improyjng the hearing ability of the jurd of hewing 



The iaventioB. relate* to a, hearing sjid for improving tn« bearing ability of 1he hard of 
dewing, ooicprising en array of microphones, the electrical output signals of wiiich. are fid to at 
5 least one transmission patft belonging to an sar. 

A devio* af this type is known, from &e article entitled "Development of a directional 
hearing hstroxnene based on enray technology" published ia the "Journal of Tie Acoustical 
Society of America", VoL 94, Edition 2, Pt 1, pages 785-798, August 1993. 

It is generally known that loss of bearing in. people can be compensated for by means of 
10 a hearing aid, in which ajnplifioation of the received sound is wed. Id exrvirotuaeats with 
beelegroimd noise, for example when sjaveral people an gpcaldng at once, & fa foe case gt a 
cocktail party, the hearing add amplifies both the desired speech and the noise, as a result of 
whiob the ability to hear is not improved, 

In the abevenwitlofted article the authors describe an improvement proposal, Thv 
IS hearing aid disclosed ia die article consists of aa arrey of; for exaraple, five directional 
microphones, as a result of which it is possible fbz the person who is hard of hearing to 
understand someprje who is apes&ng directly opposite him ox her. The bsckgro-und noise which 
emanates ftatn other defections is at^pressed by the array, 

From US-A.-4 956 857 an apparatus for suppressing signals from noise sources 
20 surrounding e target source is known, This apparatus compriiei a reserving array including two 
microphones spaced apart by b distance, Hie outputs of the microphones are combined suoh 
that a primary signal channel end a noise signal <&*anel are obtained. Tha outputs of tha 
channel e are subtracted for cancelling the noise from the primary signal channel. 

7b« aim of the invention is to provide a hearing aid of the type mentioned in the 
25 preamble with which fte akovemar&oiifsd disadvantages are avoided and the uoderrtmcfabiBty 
and fee naturalness of the reproduction ia improved in a simple manner. 

Said aim is achieved according to the indention in ftet means are provided for deriving 
two army output signals from the oiiiput aignals of the microphones, the ansy having two main 
sensitivity directions running et an ingle' with respect the main esda of the away, and eeeh of 
30 which is associated to an array output signal, and iu that aach array oinpu? signal is fed to its 
own ttaasroissioia path one to the left eat end the other to tue right ear of apewon who is hard 
ofbeatxog. 
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CLAIMS 

L Hvpmg aid &r improving the hewing ability of fce hard of hearing, 
coiaprisiag an array df aicrdphonBS (8-12), the electrical output signal? of which are 
5 fad to at least one transmission path belonging to an ear, characterised in that means 
are provided for deriving two array outpvt signals from His output signals of the 
microphones (8-!2j 2o%36), the array having two main sensitivity directions (5,6) 
running at an angle with respect to the main exifi of the array, and each of which is 
associated io an airay output Bignsl, and in that cadi array output signal is fed to its 
10 own tcanstaais«km path, one to the left ear and file other to the right ear of apetton who 
is hard of hearing. 

2. He j a fl ng aid according to claim 1, chw*cteri*ed in that the array (29-33) is 
mounted oa the fiont (2) of a pair of spectacles, 

3. Hearing aid according to claim 1 or 2 S ch**act*riaed in that the array is 
15 mounted on an aim (3,4) of a pair of spectacles. 

4. Hearing aid according to claim 2, cuaracteriied taut each arm (3,4) of the 
spectacles is provided with an array of microphones and in thai the output signals ftom 
said arrays are each fed to tos one or, respectively, the other transmission path. 

5. Hearing aid according to claim 1, 2» 3, or 4, d^acterised in that the means 
10 &x dariviog the airay output signals contain s susaning device (1 S), from the output of 

Tvhieh an army output signal can be taken off and to ins inputs of which fa 
microphone output signals are fed via a. respective weighting fector device (13-17), 

6. Hearing aid according; to claim 1, 2, 3, or 4, characterised in that the means 
for deriving the array output signals contain a series circuit of a number of summing 

IS devices (23, 34, 25, 26) and weighting feetor devices (1 8, 19, 20, 27). the outputs of the 
microphones (9-11) arranged between the two outermost microphones (8-12) being 
connected to the othsr inputs of the, summing devices, which other inputs axe not 
connected to a weighting ffector device, in that one (12) of the outermost microphonas 
of the array is connected via a weighty factor device (27) to the input of the summing 
device (26) aasootod with the adjacent mio«>phone (11) and in fcat the input of a 
weighting facto, davice (1 g) « connected to the output of the suramins device (24) of 
the microphone adjacent to the other outermost microphone (9), the one input of a 
suramins device (23) being connected to the output of said wghting factor device (18) 
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Ate output of &e te-m«mbncd atoptas (g) being connected » the other input of 
the summing device (23) and ft being passible to derive an toy output signal « ^ 
oatpat of the summing device (23). 

7. Hearing aid aooo^ * claim 6, charactered in that the airsy output signal 
is derived via a fehar weighty fector device. 

8. Hearings aoootlteg to 44*5, <S, ot 7, diiuw^ed In flial ife 
^otor device (13-17, 18, 19, 20, 27) comprises a delay device,, 

9. Hearing aid according to claim 8, cbsracterfwd in flu,* flic weighty ftctor 
device (13-17, i$, j?, 20, 27) comprises an mmato*$tubam device, 

10. Htaring aid according to cfebi 5, & or 7, characterised j» thMfhe^gbj^ 
^tor device (13^ 7> 18, 19, 27) oompriaes aphase-adjistiaaiitdevJce. 

1 1 . Hearing aid according to skim 1 0, ch««cteriied In Cut wetting filter 
device (13-17, 1 8, 19, 27) comprises an amplititf c^a^t de^iee, 
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HEARING AID COMPRISING AN ARRAY OF MICROPHONES 



The invention relates to a hearing aid for improving the 
5 hearing ability of the hard of hearing, comprising an array of 
microphones, the electrical output signals of which are fed to 
at least one transmission path belonging to an ear. 

A device of this type is known from the article entitled 
- Development of a directional hearing instrument based on array 
10 technology" published in the "Journal of the Acoustical Society 
of America", Vol. 94, Edition 2, Pt. 1, pages 785-798, August 

1993- 

it is generally known that loss of hearing in people can be 
compensated for by means of a hearing aid, in which 
15 amplification of the received sound is used. In environments 
with background noise , for example when several people are 
speaking at once, as is the case at a cocktail party, the 
hearing aid amplifies both the desired speech and the noise, as 
a result of which the ability to hear is not improved. 
20 in the abovementioned article the authors describe an 

improvement proposal. The hearing aid disclosed in the article 
consists of an array of, for example, five directional 
microphones, as a result of which it is possible for the person 
who is hard of hearing to understand someone who is speaking 
25 directly opposite him or her. The background noise which 
emanates from other directions is suppressed by the array. 

The aim of the invention is to provide a hearing aid of the 
type mentioned in the preamble with which the abovementioned 
disadvantages are avoided and the understandability and the 
30 naturalness of the reproduction is improved in a simple manner. 

Said aim is achieved according to the invention in that 
means are provided for deriving two array output signals from 
the output signals of the microphones, the array having two 
main sensitivity directions running at an angle with respect to 
35 one another and each of which is associated to an array output 
signal, and in that each array output signal is fed to its own 
transmission path belonging to one ear of a person who is hard 
of hearing. 
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With this arrangement the signals from the microphones of 
the array are combined to give a signal for the left ear and a 
signal for the right ear. The array has two main sensitivity 
directions or main lobes running at an angle with respect to 
5 one another, the left ear signal essentially representing the 
sound originating from the first main sensitivity direction and 
the right ear signal representing that from the other main 
sensitivity direction. The array output signals, that is to say 
the left ear signal and the right ear signal, are fed via their 
10 own transmission path to the left ear and the right ear, 
respectively. Amplification of the signal and conversion of the 
electrical signal into a sound signal is employed in said 
transmission path. 

The different main lobes introduce a difference in level 
15 between the signals to be fed to the ears, it has been found 
that it is not only possible to localise sound sources better, 
but that background noise is also suppressed as a result of the 
directional effect, as a result of which the understandability 
of speech is improved despite the existing noise. 
20 The array can advantageously be mounted on the front of a 

spectacle frame and /or on the arms or springs. 

In the case of an embodiment which is preferably to be 
used, each spectacle arm is also provided with an array of 
microphones , the output signals from the one array being fed to 
25 the one transmission path and the output signals from the other 
array being fed to the other transmission path. 

what is achieved by this means is that understandability is 
improved not only at high frequencies in the audible sound 
range but also at relatively low frequencies. 
30 Further embodiments of the invention are described in the 

subsidiary claims. 

The invention will be explained in more detail below with 
reference to the drawings. In the drawings: 

Figure 1 shows an embodiment of the hearing aid according to 
35 the invention; 

Figure Z shows a more detailed embodiment of the hearing aid 
according to "Che invention; 

Figure 3 shows another embodiment of the hearing aid according 
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to "the invention; 

Figure 4 shows an embodiment of the hearing aid according to 
Figure 4 in which a combination of arrays is used, which 
embodiment is preferably to be used; 
5 Figure 5 shows a polar diagram of a combined array from Figure 
1 at 500 and 1000 Hz; 

Figure 6 shows a polar diagram of an embodiment from Figure 1 
at 2000 and 4000 Hz; and 

Figure 7 shows the directional index of the embodiment in 
10 Figure 4 as a function of the frequency. 

The hearing aid according to the invention comprises an 
array of microphones. Said array can have any shape. 

Said array has two array output signals which are each fed 
along their own transmission path, one to the left ear and the 
15 other to the right ear of the person hard of hearing, m said 
transmission path amplification and conversion of the 
electrical signal from the array to sound vibrations are 
employed in the conventional manner. 

The array has two main sensitivity directions running at an 
20 angle with respect to one another , the various features being 
such that the first , array output signal is essentially a 
reflection of the sbund from the first main sensitivity 
direction, whilst the second array output signal essentially 
represent e the sound from the second main sensitivity 
25 direction. As a result the left ear as it were listens in a 
restricted first main sensitivity direction, whilst the right 
ear listens in the second main sensitivity direction. 

The main sensitivity directions associated with the array 
output signals can be achieved by focusing or bundling the 
30 microphone signals. 

The array of microphones can be attached in a simple manner 
to spectacle frames. Figure 1 shows an embodiment of an array 
of microphones on the front of the spectacle frames, bundling 
being employed. 

35 m Figure 1 the I head of a person hard of hearing is 

indicated diagrammatically by reference numeral 1. The 
spectacles worn by this person are shown diagrammatical ly by 
straight lines, which spectacles consist, in the conventional 



7. RPR. 2000 15=38 NED . OCTROOIBUREftU 31 70 35275E8 



PCT/NL98/00602 



manner, of a front 2 and two spectacle arms or springs 3, 4. 

The main lobe 5 for the left ear and the main lobe 6 for 
the right ear are also shown in Figure 1 as ellipses. Said main 
lobes are at an angle with respect to one another and with 
5 respect to the main axis 7 of the spectacles. 

As a result of the main lobes used above and the separate 
assignment thereof to the ears, a difference between the level 
of the array output signals is artificially introduced 
depending on the location of the sound source and also for the 
10 noise. As a result of said artificial difference in the levels 
of the array output signals, the person hard of hearing is able 
to localise the sound source, but it has been found that said 
difference also improves the understandability of speech in the 
presence of noise. 
15 Positioning the array of microphones on one or both of the 

spectacle arms is also advantageous. 

The association of the array output signals to the 
associated main lobes of the array can be achieved in a simple 
manner by means of a so-called parallel or serial construction. 
20 In the case of the parallel construction, the means for 

deriving the array output signals comprise a summing device, 
the microphone output signals being fed to the inputs of said 
summing device via a respective frequency-dependent or 
frequency- independent weighting factor device. An array output 
25 signal can then be taken off at the output of the summing 
device. A main sensitivity direction associated with the 
relevant array output signal can be obtained by sizing the 
weighting factor devices. 

In the case of the so-called serial construction, the means 
30 for deriving the array output signals contain a number of 
summing devices and weighting factor devices, the weighting 
factor devices in each case being connected in series with the 
input and output of the summing devices. With this arrangement 
one outermost microphone is connected to an input of a 
35 weighting factor device, the output of which is then connected 
to an input of a summing device. The output of the microphone 
adjacent to the said outermost microphone is connected to the 
input of the summing device. The output of the summing device 
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is connected to the input of the next weighting factor device, 
the output of which is connected to the input of the next 
summing device. The output of the next microphone is, in turn, 
connected to the other input of this summing device. 
5 This configuration is continued as far as the other 

outermost microphone of the array. An array output signal, for 
example the left ear signal, can be taken off from the output 
of the last gumming device, the input of which is connected to 
the output of the last-mentioned outermost microphone- It could 
10 also be possible to derive the array output signal from the 
output of the said last summing device via a further weighting 
factor device. 

in a further development, the weighting factor device 
comprises a delay device, optionally supplemented by an 
15 amplitude- adjustment device. 

In another development, the weighting factor device 
consists of a phase adjustment device, optionally supplemented 
by an amplitude- adjustment device. 

Figure 2 shows the parallel construction with delay 
* 20 devices. The microphones 8, 9, 10, 11 and 12 are shown on the 
right o£ Figure 2, which microphones are connected by a line in 
the drawing to indicate that it is an array that is concerned 
here- The outputs of the microphones 8-12 are connected to the 
Inputs of the respective delay devices 13, 14, 15, 16 and 17. 
25 The outputs of said delay devices 13-17 are connected to the 
inputs of the summing device 18, at the output of which an 
array output signal, for example a left ear signal, can be 
derived. An amplitude- adjustment device, which can consist of 
an amplifier or a attenuator, can be incorporated, in a manner 
30 which is not shown , in each path between a microphone and an 
input of the summing device. Preferably, the signal of the n eh 
microphone is delayed by a period nx t . Figure 2 shows that the 
output signal from the microphone B is fed to the input of the 
summing device 18 with a delay period 0, whilst the output 
35 signal from the microphone 9 is fed to the next input of the 
summing device IS with a delay x x . The corresponding delays 
apply in the case of the microphones 10, 11 and 12; that is to 
say delay periods of 2x t , 3x t and 4x t respectively. The delay 
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period r t is chosen such that sound emanating from the 
direction which makes an angle of Q with respect to the main 
axis of the array is summed in phase. Then: x t * dsin S/c, 
where a is the distance between two microphones and c is the 
5 wave propagation rate. 

A similar arrangement can be designed for the right ear 
signal . 

Figure 3 shows the so-called serial construction with delay 
devices. 

10 in the case of this embodiment shown a series circuit of 4 

delay devices 18-21 and 4 summing devices 22-24 is used. The 
delay devices and summing devices are connected alternately in 
series. The microphone 12 is connected to the input of the 
delay device 21, whilst the outputs of the microphones 8-11 are 
15 connected to the respective summing devices 23-26. 

With this embodiment as well the signal from the microphone 
12 is delayed by a delay period of 4 times -c t , if each delay 
device produces a delay of x t « After adding in the summing 
device 26, the output signal from the microphone 11 is delayed 
20 by a delay period of 3 times t t . Corresponding delays apply in 
respect of the microphones 9 and 10. The output signal from the 
microphone 6 is not delayed. If desired, a further delay device 
can be incorporated behind the summing device 23. 

With this so-called serial construction, as well it is 
25 possible to incorporate amplitude- adjustment devices in the 
form of amplifiers or attenuators in each part: of the series 
circuit, each amplitude-adjustment device being associated with 
an output signal from a specific microphone in the array. The 
delay device used can simply be an all -pass filter of the first 
30 order, which can be adjusted by means of a potentiometer. 

' A microphone array 14 am long can be used as a practical 
embodiment. As a consequence of the means described above for 
deriving the output signals from the microphones which are each 
associated with one main sensitivity direction, the microphones 
35 used can be very simple microphones of omnidirectional 
sensitivity. If desired, cardioid microphones can be used to 
obtain additional directional sensitivity. 

If the angle between the two main sensitivity directions or 
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main lobes becomes greater, the difference between the audible 
Signals, i.e. the inter->ear . level difference, will become 
greater . Consequently the localisability will in general become 
better . 

5 However, as the said angle between the main lobes becomes 

greater, the attenuation of a sound signal will increase in the 
direction of a main axis of the array. The choice of the angle 
between the main lobes will thus, in practice, be a compromise 
between a good inter-ear level difference and an acceptable 
10 attenuation in the main direction of the array. This choice 
will preferably be determined experimentally. 

Furthermore, on enlarging the angle between the main lobes, 
the main lobes will each be split into two lobes beyond a 
certain angle. This phenomenon can be avoided by use of an 
15 amplitude- weighting function for the microphone signals. 

In the case of an embodiment of the invention that is 
preferably to be used, an array attached to the front of the 
spectacle frames and two arrays, each attached to one arm of 
the spectacles, are used. An example with eleven microphones is 
20 shown in Figure 4. The microphones 26, 27 and 28, which form 
the left array, are attached to the left arm of the spectacles 
and the microphones 34, 35 and 36 of the right array are 
attached to the right arm of the spectacles. The microphones 
29-33 are attached to the front of the spectacle frames* 
25 The signals from the microphones 29-33 are fed in the 

manner described above to the transmission paths for the left 
and the right ear, 1 respectively. The signals from the 
microphones 26, 27, 28 are coupled to the transmission path for 
the left ear, whilst the signals from the microphones 34-36 are 
30 fed via the other transmission path to the right ear. 

At high frequencies an inter-ear level difference is 
created with the aid of bundling the array at the front of the 
spectacle frames and the shadow effect of the arrays on the 
arms of the spectacles has an influence. At low frequencies an 
35 inter-ear time difference is created by means of the arrays on 
the arms of the spectacles, An inter-ear time difference is 
defined as the difference in arrival time between the signals 
at the ears as a consequence of the difference in propagation 
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time- 

Figure 5 shows the directional characteristics of the 
combination of arrays in Figure 4 at a frequency of 500 Hz, 
indicated by a dash-and-dot line, and at 1000 Hz, indicated by 
5 a continuous line- The directional characteristics in Figure 5 
are obtained with the arrays on the arms of the spectacles. The 
array on the front of the spectacles is thus switched off since 
it yields, little additional directional effect at low 
frequencies. In this way an inter -ear time difference is thus 
10 created. 

Figure 6 shows the directional characteristics of the 
combination of arrays at 2000 Hz, indicated by a dash-and-dot 
line, 2 and at 4000 Hz, indicated by a continuous line, in the 
mid and high frequency region of the audible sound range the 

15 main lobes are directed at 11*, so that once again an inter-ear 
level difference is created. 

Figure 7 shows the directivity index as a function of the 
frequency for 3 optimised frequency ranges. The continuous line 
applies for the low frequencies, optimised at 500 Hz. The 

20 broken line applies for optimisation at 4000 Hz and the dash- 
and-dot line for optimisation at 2300 Hz. 

It is also pointed out that an inter-ear level difference 
can also be produced with the arrays on the arms of the 
spectacles as with the array on the front of the spectacle 

25 frames . 
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CLAIMS 

1. Hearing aid for improving the hearing ability of the 
hard of hearing, comprising an array of microphones, the 
electrical output signals of which are fed to at least one . 
transmission path belonging to an ear, characterised in that 
means are provided for deriving two array output signals from 
the output signals of the microphones, the array having two 
main sensitivity directions running at an angle with respect to 
one another and each of which is associated to an array output 
signal, and in that each array output signal is fed to its own 
transmission path belonging to one ear of a person who is hard 
of hearing. 

2. Hearing aid according to Claim 1, characterised in that 
the array is mounted on the front: of a pair of spectacles. 

3. Hearing aid according to Claim 1 or 2, characterised in 
that the array is mounted on an arm of a pair of spectacles. 

4. Hearing aid according to Claim 2, characterised in that 
each arm of the spectacles is provided with an array of 
microphones and in that the output signals from said arrays are 
each fed to the one or, respectively, the other transmission 
path. 

5. Hearing aid according to Claim 1, 2, 3, or 4, 
characterised in that the means for deriving the array output 
signals contain a summing device, from the output of which an 
array output signal can be taken off and to the inputs of which 
the microphone output signals are fed via a respective 
weighting factor device. 

6. Hearing aid , according to Claim 1, 2, 3 or 4, 
characterised in that the means for deriving the array output 
signals contain a series circuit of a number of summing devices 
and weighting factor devices, the outputs of the microphones 
arranged between the two outermost microphones being connected 
to the other inputs of the summing devices, which other inputs 
are not connected to a weighting factor device, in that one of 
the outermost microphones of the array is connected via a 
weighting factor device to the input of the summing device 
associated with the adjacent microphone and in that the input 
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of a weighting factor device is connected to the output of the 
summing device of the microphone adjacent to the other 
outermost microphone, the one input of a summing device being 
connected to the output of said weighting factor device, the 
5 output of the last-mentioned microphone being connected to the 
other input of the summing device and it being possible to 
derive an array output signal at the output of the summing 
device* 

7. Hearing aid according -co Claim 6, characterised in that 
10 the array output signal is derived via a further weighting 

factor device. 

8. Hearing aid according to claim 5, 6 or 7, characterised 
in that the weighting factor device comprises a delay device. 

9. Hearing aid according to Claim 8, characterised in that 
15 tne weighting factor device comprises an amplitude-adjustment 

device. 

10. Hearing aid according to Claim 5, 6 or 7, characterised 
in that the weighting factor device comprises a phase- 
adjustment device. 

20 11. Hearing aid according to Claim 10, characterised in 

that the weighting factor device comprises an amplitude- 
adjustment device* 
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